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Fig. 5.2 The Estimated Amplitude by Kalman Filter for Different Periodic Values of    

             ttr 
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Fig. 5.3 Estimated Amplitude by Kalman Filter after Ignoring the Estimated Values at 

the Updating Time for Different ttr Time 

                

 

 

 

 

 

 

 

 

 

 

 

 

Fig. 5.4 The Average Values of 

the Estimated Amplitude by Kalman Filter for Different Updating ttr Time 
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Fig. 5.5 shows several values for ttr and the instant t = 0.4 sec when there are 

dynamic changes in the fundamental amplitude in the measured signal. The proposed 

algorithm is able to track the changes in the fundamental amplitude of the measured 

signal. The Fig. 5.6 shows the mean values from Fig. 5.5. The results from these 

figures show that the estimated amplitude is strongly dependent on the value of ttr. As 

the value of ttr is increased, this causes a delay in the proposed algorithm to track the 

dynamic changes even though the proposed algorithm is successful in tracking the 

fundamental amplitude as shown in first and second subplot of Fig 5.5. There are no 

delays as shown in third and fourth subplot of Fig 5.5.  

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

Fig. 5.5 Estimated Amplitude by Kalman Filter after Ignoring the Estimated Values at 

the Updating Time for Different ttr Time 
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Fig. 5.6. The Average of  the Estimated Amplitude by Kalman Filter for Different 

Updating ttr Time 

 

The fundamental frequency (50 Hz) usually changes due to load changes; 

under normal conditions, the frequency could be vary up to 49.5 Hz. The Kalman 

filter cannot estimate the fundamental signal amplitude if the frequency is varying 

because the system becomes non-linear; the Kalman filter works for linear systems. 

The Fig. 5.7 shows the results when the frequency changes to different values at t = 

0.4 sec. The proposed algorithm would track and detect the fundamental signal 

amplitude but the normal Kalman filter could not track the fundamental signal 

amplitude.  
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The first Kalman filter will be used to sense if dynamic changes are happening while 

the second Kalman filter will be used to track the signal in order to diagnose the 

voltage sag problem. The first Kalman filter will be used to determine the necessary 

time for updating the P matrix in the second Kalman filter.  

  The second Kalman filter will be used to update P matrix to higher value than 

the P matrix of the first Kalman filter in order to detect and track the fundamental 

amplitude after the dynamic changes occur. However, the P matrix for the first 

Kalman will be updated periodically and must be selected such that the output 

variations of the first Kalman filter is bounded within narrow limits. For good 

response, it is better if the Kalman filter updates of the P matrix can be achieved as 

soon as a dynamic change occurs. Therefore, the periodic time of the first Kalman 

filter is selected to be small after several tries; 0.01 sec or  ½ cycle for 50 Hz.  

 

 

Fig. 5.11 The Block Diagram of the Second Proposed Adaptive Filter 

 

Fig.5.12 shows the results for different factors for updating the P matrix in the 

first Kalman filter for constant periodic time (t = 0.01 sec). Fig.5.12 shows the best 

factor for updating the P matrix in order to keep the output variations of the first 

Kalman filter bounded is 2.5 at t = 0.01 sec, as a periodic time.  
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Fig. 5.12 Estimated Amplitude by Kalman Filter for Fix Periodic Time and Different 

Updating Values 

 

By comparing the estimated output of the second and the first Kalman filters 

in the normal operation, the difference between them will be within this narrow limit. 

When a dynamic change in the measured signal occurs, the output of the first Kalman 

filter will interact with the signal at this instant more than the second Kalman filter. 

This is because the updating P matrix causes the amplitude difference between the 

first and second Kalman filter to exceed the narrow limit and this will be used as an 

indicator for an amplitude change in the signal. When the difference between the first 

and the second Kalman filter exceeds this bounded limit, the P matrix in the second 

filter must be updated to track the signal variation. 

 The first Kalman filter will update the P value while the second will keep it 

constant. The Fig. 5.13 shows the amplitude variation between the second and the first 

Kalman filters for amplitude change at 0.3 sec. The P matrix in the first Kalman filter 
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is updated every 0.01 sec with a factor of 1.05 from the previous value of the P and 

the fundamental amplitude of the measured signal is changed at 0.3 sec to several 

values. When the amplitude is constant, the amplitude variation is bounded within 

0.01 limits. When the amplitude is changed at 0.3 sec, the variation between the two 

Kalman filters increases and exceeds the normal limit (0.01). This will be used to 

detect the amplitude change in the signal to update the P matrix in the second Kalman 

filter.  

 

 

 

 

 

 

 

 

 

 

Fig. 5.13 Amplitude Variation Between the Second and the First Kalman Filter for 

Different Signal Amplitude Changing, P is increased 1.05 every 0.01 sec  

 

In the second proposed algorithm, as soon as the amplitude variation between 

the first and the second Kalman filters exceeds the normal limit, the second Kalman 

filter will update the P matrix to higher value to interact fast with the dynamic change. 

The two differences between the first and the second Kalman filters are; (i) the P 

matrix is updated periodically in the first Kalman filter with small variations to keep 

these variation within bounded limit; and (ii) while the second difference is the 
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updating value in the second Kalman filter is higher to achieve a faster response for 

tracking the fundamental amplitude of the measured signal when dynamic changes 

occur.  

Fig. 5.14 shows the strength of the performance of the proposed algorithm 

when two adaptive Kalman filters are used to detect and track the fundamental 

amplitude of the measured signal when dynamic changes occur at t = 0.5 sec.  

 

    Fig. 5.14 Estimated Amplitude by the Proposed Adaptive Kalman Filter for 

Different Amplitude Changing at t = 0.5 sec  
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In Fig. 5.15, the second proposed adaptive Kalman filter shows good response 

in tracking and detecting the fundamental amplitude of the measured signal when two 

dynamic changes occur at t = 0.3 sec and t = 0.6 sec.  

 

 

Fig.5.15 Amplitude Estimated by the Proposed Adaptive Kalman Filter for Dynamic 

Changing in the Signal Amplitude 
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The signal fundamental frequency is kept constant (50 Hz) for all the previous 

results. In normal operation in power systems, the fundamental frequency varies 

within ±0.5 Hz due to load variations.  Fig. 5.16 shows the estimated fundamental 

signal amplitude of the measured signal by the second proposed adaptive Kalman 

filter when the amplitude and frequency change from 50 Hz to different values at t = 

0.5. The results show in this figure that, for small frequency variations, the second 

proposed filter shows a good response when the frequency changes by less than 0.5 

Hz. When the frequency is equal to  49.5 Hz, the estimated amplitude by the proposed 

algorithm starts to decrease due to the frequency change before the amplitude change 

occurs at t = 0.5 sec. This causes the difference between the second and the first 

Kalman filter to exceed the bounded limit and lead to the update of the P matrix in the 

second Kalman filter to correct the estimated amplitude. When the fundamental 

amplitude of the measured signal changes, the P matrix is also updated to keep signal 

tracking. However, when the frequency is decreased to 49 Hz as shown in Fig.5.16, 

the estimated amplitude by the second Kalman filter is less than the real value. The 

first Kalman filter constantly triggers the second Kalman filter. The second Kalman 

filter updates the P matrix in order to keep tracking of the fundamental signal 

amplitude. Based on the results shown in Fig. 5.16, the second proposed filter shows a 

good response for normal operation of the power system where the frequency is 

within ±0.5 Hz range. This multi-triggering from the first Kalman filter can be used as 

an alarm when there are large variations in frequency.  
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Fig. 5.16 The Estimated Amplitude by the Proposed Adaptive Kalman Filter for 

Amplitude Changing at t = 0.5sec and Different Signal Frequency Values 
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5.2.1 Effect of Signal to Noise Ratio (SNR) on Second Algorithm 

 

The signal to noise ratio (SNR) is considered one of the measures of 

performance.  In this section, the performance of the second proposed algorithm for 

different levels of noise (high or low noise) will be examined. The Figs.5.17 (a) to (g) 

show the performance of the second proposed algorithm to detect and track the 

fundamental signal amplitude for different values of the signal to noise ratio (SNR) of 

the measured signal. The results show that the proposed algorithm has a very good 

performance when the SNR has high value (that is, low noise) as shown in Figs. 5.17 

(a) to (d). For low SNR (that is, high noise), the proposed algorithm also has a good 

performance, but there are some overshoots on the estimated output (see Figs. 5.17 (e) 

to (g)). These overshoots are bounded to a certain limit and come from updating P 

matrix several times by the second Kalman filter of the proposed algorithm. If these 

overshoots are ignored, the second proposed algorithm will be efficient in detecting 

and tracking the fundamental signal amplitude even with very high noise.  

 

 

 

 

 

 

 

 

 



 

105 

 

 (a) 

 (b) 

Fig.5.17  The Estimated Fundamental Amplitude by the Second Proposed Algorithm 

for Different Values of SNR 
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(c) 

 (d) 

Fig.5.17  (Continued) 
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(e) 

 

(f) 

Fig.5.17  (Continued) 
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(g) 

Fig.5.17  (Continued) 
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CHAPTER 6 

 

FUTURE WORK AND CONCLUSION  

 

6.1 Contributions  

 The major contributions of this dissertation are:  

  The effect of the noise covariance matrices (R, Q) under static and dynamic 

cases (i.e. change in fundamental amplitude of measured signal) is 

investigated. It is found that balancing between R and Q can improve the 

Kalman filter estimation when the real values of these matrices are 

unavailable and therefore, there is no need for extra techniques to evaluate 

them. 

 When a dynamic change occurs in the system parameter, it is found that 

updating the Kalman filter covariance matrices lets the Kalman filter interact 

better with the signal changing, such as the state covariance matrix P.  

  Two new adaptive Kalman filters are proposed to detect and track any 

dynamic change in the fundamental amplitude of the measured signal, which 

helps in diagnosing the voltage sag problem. 

 The proposed algorithms show good performance in detecting and tracking 

the fundamental amplitude of measured signal even under a higher signal to 

noise ratio SNR and small frequency variations, where the simple Kalman 

filter cannot be used in such case. 

 The proposed algorithms show robustness against SNR; they can track the 

fundamental amplitude changing even though the SNR is very small. 
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 One proposed algorithm can be used as alarm for users when severe changes 

in the fundamental frequency occur. 

6.2 Conclusion 

 Based on the literature review, previous research on Kalman filter estimation 

of fundamental amplitude in noisy and harmonic signals in power systems can be 

divided into four categories. First, the Kalman filter is used with fixed noise 

covariance matrices Q and R, and the results show that the Kalman filter performance 

is very good and better than many existing filters. Second, the Kalman filter is 

modified to overcome some of the Kalman filter drawbacks in other applications. 

Third, the focus is on the importance of estimating the real value of the noise 

covariance matrices to guarantee the optimality of Kalman filter. Fourth, the focus is 

on the importance of updating the noise covariance matrices for any parameter 

changes in the system. In many of the previous research studies there were strong 

arguments for the importance of the noise covariance matrices; Q, R, and the ratio 

between them. 

 The effects of noise covariance matrices are discussed in details for static and 

dynamic signals. A typical example of an electrical signal was used, where the signal 

contained fundamental and odd orders of harmonics. Two real values of the measured 

signal noise covariance matrix (Rreal= 0.1 and Rreal= 100) are used for static and 

dynamic signals. It is concluded from the present work that balancing between Q and 

R values improves the Kalman filter performance. When the value of R is decreased, 

then the Kalman filter gives more weight to the measured value than the predicted 

value. This enhances the Kalman filter capability to detect any changes in the 

measured signal, but this will lead to the presence of noise in the estimated signal. If 

the value of Q is decreased, the Kalman filter gives more weight to the predicted 
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signal value, which helps the Kalman filter to get rid of the noise in the estimated 

signal. The estimated signal will depend strongly on the system model and cause 

delay in the Kalman filter response to detect the variations in the measured signal. 

When Rreal = 0.1, there are several values of Q to balance a single values of R. When 

Rreal =100, there is a single value of Q to balance some values of R. The Kalman filter 

show very good response in detecting the amplitude of signal containing the first 51 

odd harmonics. The Kalman filter shows poor response when the fundamental signal 

frequency is changed because the system becomes nonlinear under the frequency 

variation condition.  

When the fundamental signal amplitude is changed, the Kalman filter shows 

poor response in detecting this change, even though that the Kalman filter shows good 

response before the change occurs. Updating Q, R or both can improve the Kalman 

filter performance to detect the fundamental amplitude changes. Updating the value of 

R to small values gives better results compared with that obtained from updating Q.  

The Q and R matrices must be updated for each fundamental signal amplitude 

change. If the values of Q and R are updated but the ratio between them is kept 

constant, the Kalman filter will not give the same results for dynamic changes in the 

fundamental signal amplitude. However, Q and R values must return to their origin 

values but the same ratio before the updating. The Kalman filter response to detect the 

fundamental signal amplitude can be improved by increasing the state covariance 

matrix P (where value of P becomes zero when Kalman filter converges). This 

prevents the Kalman filter from interacting with the fundamental signal amplitude 

variations. 

 Updating P at the instant where the fundamental signal amplitude variations 

occur allows the Kalman filter to detect and track the fundamental signal amplitude. If 
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P is updated to high values, there is overshoot in the estimated fundamental signal 

amplitude but the settling time is low. If P is updated to low value, the overshoot is 

small but the settling time increases. 

Updating P at the time when the fundamental amplitude of the measured 

signal changes improves the Kalman filter performance to detect and track the 

fundamental signal amplitude. It is not easy to determine the time when measured 

signal changes occur. Therefore, two adaptive Kalman filters are proposed to track the 

fundamental amplitude of the measured signal based on the Kalman filters only. The 

first proposed algorithm updates the P value periodically; the period time can be 

chosen based on the knowledge of the system. If system changes rapidly or slowly, a 

small periodic time can be selected. In this proposed method, the value of P must be 

updated to a higher value, which causes high overshoot in the estimated fundamental 

signal amplitude. If the overshoot is ignored at the instant where P is updated, the 

Kalman filter performance improves. This algorithm also shows good response in 

tracking and detecting the fundamental signal amplitude under normal fundamental 

frequency variations. In this method when P is updated, the Kalman filter interacts 

with the signal again to detect any fundamental signal variations. If the value of P is 

updated periodically, it helps the Kalman filter to correct the estimated fundamental 

amplitude. 

If the fundamental signal frequency is assumed to be constant in the Kalman 

filter, the model is linear, otherwise the system becomes nonlinear and an extended or 

unscented Kalman filter should be used. In normal operation the frequency variation 

is usually kept within narrow limits, where the frequency variation must not exceed 

±0.5Hz, [49.5 to 50.5 Hz]. The Kalman filter cannot estimate fundamental signal 

amplitude correctly under such frequency variation. Updating P matrix periodically in 
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the first proposed algorithm improves the estimated output by Kalman filter for 

normal frequency variation. 

The second proposed algorithm uses two Kalman filters, one of them is called 

the first Kalman filter and the other is called the second Kalman filter. Both Kalman 

filters update the value of P in different ways. In the first Kalman filter, the value of P 

is updated to small values periodically but with shorter period. This causes the 

estimated output of the Kalman filter to vary within small narrow limits (threshold 

limit). When the amplitude is changed, the estimated amplitude by the first Kalman 

filter exceeds the threshold limit, and this will be used as an indicator to trigger the 

second Kalman filter to update the P value to detect the dynamic change. The value of 

P is higher in the second Kalman filter compared to the value of P in the first Kalman 

filter in order to get fast response in tracking and detecting the fundamental signal 

amplitude change.  

The second proposed algorithm shows a very good response, especially when 

the fundamental signal amplitude changes suddenly. The main advantage of the 

second proposed algorithm over the first one is that the output overshoot is low, while 

the first proposed algorithm is simpler and requires one Kalman filter. It is worth 

mentioning here that the values of Q and R use in both two proposed algorithms are 

not the same as real values. It is enough to use small value of R to let the Kalman 

filter interact with the signal variation. 

 

6.3 Future Work 

In future work, the simpler Kalman filter that was used in this work will be 

replaced by an extended Kalman filter in the two proposed algorithms to sense wide 
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range frequency variations. This means extra investigations of the effects of Q, R, and 

updating P on the performance of two proposed algorithms. 

Two models of Kalman filter for power systems are described in Chapter 3. 

The first model includes only the fundamental amplitude signal and the second model 

includes the fundamental and all the other harmonics. In this dissertation only the first 

model is used. In future work, the second model may be used. However, the sizes of 

Kalman filters matrices for the second model will be large, but the performance of the 

Kalman filter in the second model will be much better. 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 

 



 

115 

 

REFERENCES 

1. Louie, K.W.; Wilson, P.; Mazur, R.; Kent, K.; Dommel, H.W.; Marti, J.R.; , 

"Power System Harmonic Analysis in the Frequency Domain," Electrical and 

Computer Engineering, 2007. CCECE 2007. Canadian Conference on , vol., 

no.,pp.1421-1424,22-26April2007 

 

2. Louie, K.W.; Wilson, P.; Rivas, R.A.; Wang, A.; Buchanan, P.; , "Discussion 

on Power System Harmonic Analysis in the Frequency 

Domain," Transmission & Distribution Conference and Exposition: Latin 

America, 2006. TDC '06. IEEE/PES , vol., no., pp.1-6, 15-18 Aug. 2006 

doi: 10.1109/TDCLA.2006.311607 

 

3. W. Mack Grady and Surya Santoso, “Understanding power system 

harmonics”, Power Engineering Review, IEEE vol. 21, no. 11, pp. 8-11, Nov. 

2001. 

 

4. Girgis, A.A.; Fallon, C.M.; Rubino, J.C.; Catoe, R.C.; , "Harmonics and 

transient overvoltages due to capacitor switching," Rural Electric Power 

Conference, 1992. Papers Presented at the 36th Annual Conference , vol., no.,   

pp.B1/1-B1/5,3-5May1992 

 

5. Khanna, R.; Chacko, S.T.; Goel, N.;  "Performance and investigation of hybrid 

filters for Power Quality Improvement," Power Engineering and Optimization 

Conference (PEOCO), 2011 5th International , vol., no., pp.93-97,6-

7June2011 

 

6. Tao Lin; Domijan, A.; "On power quality indices and real time 

measurement," Power Delivery, IEEE Transactions on, vol.20, no.4, pp.  

 

7. G. Chen, "Approximate Kalman Filtering", Word Scientific, 1993. 

 

 

8. Beides, H.M.; Heydt, G.T.; , "Dynamic state estimation of power system 

harmonics using Kalman filter methodology," Power Delivery, IEEE 

Transactions on , vol.6, no.4, pp.1663-1670, Oct 1991 

 

9. Haili Ma; Girgis, A.A.; , "Identification and tracking of harmonic sources in a 

power system using a Kalman filter," Power Delivery, IEEE Transactions on , 

vol.11,no.3,pp.1659-1665,Jul1996 

doi: 10.1109/61.517531 

 

10. Lee, C.C.; "Fuzzy logic in control systems: fuzzy logic controller. 

II," Systems, Man and Cybernetics, IEEE Transactions on , vol.20, no.2, 

pp.419-435, Mar/Apr 1990.  

 



 

116 

 

11. Dash, P.K.; Pradhan, A.K.; Panda, G.; , "Frequency estimation of distorted 

power system signals using extended complex Kalman filter," Power Delivery, 

IEEE Transactions on , vol.14, no.3, pp.761-766, Jul 1990. 

 

12. Zadeh, R.A.; Ghosh, A.; Ledwich, G.; , "Combination of Kalman Filter and 

Least-Error Square Techniques in Power System," Power Delivery, IEEE 

Transactions on , vol.25, no.4, pp.2868-2880, Oct. 2010 

 

13. Beides, H.M.; Heydt, G.T.; , "Dynamic state estimation of power system 

harmonics using Kalman filter methodology," Power Delivery, IEEE 

Transactions on , vol.6, no.4, pp.1663-1670, Oct 1991. 

 

14. Dash, P.K.; Pradhan, A.K.; Panda, G.; , "Frequency estimation of distorted 

power system signals using extended complex Kalman filter," Power Delivery, 

IEEE Transactions on , vol.14, no.3, pp.761-766,Jul1999 

 

15. Haili Ma; Girgis, A.A.; , "Identification and tracking of harmonic sources in a 

power system using a Kalman filter," Power Delivery, IEEE Transactions on , 

vol.11,no.3,pp.1659-1665,Jul1996. 

doi: 10.1109/61.517531 

16. H.M. Al-Hamadi, S.A. Soliman, Kalman filter for identification of power 

system fuzzy harmonic components, Electric Power Systems Research, 

Volume 62, Issue 3, 28 July 2002, Pages 241-248, ISSN 0378-7796, 

10.1016/S0378-7796(02)00083-4. 

    

17. Kennedy, K.; Lightbody, G.; Yacamini, R.; , "Power system harmonic analysis 

using the Kalman filter," Power Engineering Society General Meeting, 2003, 

IEEE , vol.2, no., pp. 4 vol. 2666, 13-17 July 2003 

doi: 10.1109/PES.2003.1270401 

 

18. Routray, A.; Pradhan, A.K.; Rao, K.P.; , "A novel Kalman filter for frequency 

estimation of distorted signals in power systems," Instrumentation and 

Measurement, IEEE Transactions on , vol.51, no.3, pp.469-479, Jun 2002 

doi: 10.1109/TIM.2002.1017717 

 

19. Ashwani Kumar, Biswarup Das, Jaydev Sharma, Robust dynamic state 

estimation of power system harmonics, International Journal of Electrical 

Power &amp; Energy Systems, Volume 28, Issue 1, January 2006, Pages 65-

74, ISSN 0142-0615, 10.1016/j.ijepes.2005.10.004. 

 

20. M. Joorabian, S.S. Mortazavi, A.A. Khayyami, Harmonic estimation in a 

power system using a novel hybrid Least Squares-Adaline algorithm, Electric 

Power Systems Research, Volume 79, Issue 1, January 2009, Pages 107-116, 

ISSN 0378-7796, 10.1016/j.epsr.2008.05.021 

 

21. Valipour Ebrahimi, R.; Feshki Farahani, H.; Rezaei, S.; "On-line power 

system harmonics monitoring using an intelligent method based on neural 

network," Universities Power Engineering Conference, 2007. UPEC 2007. 

42nd International , vol., no., pp.534-538, 4-6 Sept. 2007 



 

117 

 

 

22. Saiz, V.M.M.; Guadalupe, J.B., "Application of Kalman filtering for 

continuous real-time tracking of power system harmonics," Generation, 

Transmission and Distribution, IEE Proceedings, vol.144, no.1, pp.13-20, Jan 

1997. 

 

23. Liu, Y.Z., "A wavelet based model for on-line tracking of power system 

harmonics using Kalman filtering," Power Engineering Society Summer 

Meeting,2001, vol.2, no., pp.1237-1242 vol.2, 2001. 
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